How to convert an ISO to 24bit 96Khz with Foobar 2000

What you need:

1: Download the latest stable version of Foobar 2000, http://www.foobar2000.org/download

First install Foobar and follow the instructions on the screen, when that’s done, don’t forget (if needed) to set the
soundcard (internal or external) on 24bit and the highest sample rate (normally between 96 — 192Khz)

2: SACD plug-in the latest version: http://sourceforge.net/projects/sacddecoder/files/foo_input sacd/
The easiest way is to unzip the foo_input_sacd-0.7.X.zip and run the foo_input_sacd.fb2k-component file

If you installed Foobar and the SACD plug-in. Restart foobar and
go to File => Preferences
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Above an example
PCM volume can be from +0 till + 6dB, with several programs you can check the source volume first
PCM Samplerate to 176Khz for now (will be resampled to 96Khz later in the process)

Convert an ISO to 24bit 96Khz

Now drag and drop an ISO file (mostly SACD rip) into Foobar, now all the tracks are visible
Follow the next steps

1: Select the tracks for conversion and click with the r. mouse button, then select Convert
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2: click on Processing
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When finished:
* Transfer attached pictures.
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3: select Resampler (PPHS) and move it to the left side
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4: Click on Configure selected
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Click on OK to go back to Overview, this screen appears
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When finished:
* Transfer attached pictures.
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If all the other options are ok, you can convert the file(s)
The output will be 24bit 96Khz (176Khz directly resampled to 96Khz)
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